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1
APPARATUS AND METHOD DETERMINING
WEIGHTING FUNCTION FOR LINEAR
PREDICTION CODING COEFFICIENTS
QUANTIZATION

CROSS-REFERENCE TO RELATED
APPLICATIONS

This application claims the priority benefit of Korean
Patent Application No. 10-2010-0049861, filed on May 27,
2010, in the Korean Intellectual Property Office, the disclo-
sure of which is incorporated herein by reference.

BACKGROUND

1. Field

Example embodiments relate to an apparatus and a method
of determining a weighting function quantizing linear predic-
tion coding (LLPC) coefficients.

2. Description of the Related Art

Conventionally, linear prediction coding (LPC) is applied
to coding speech signals and audio signals. Code-excited
linear prediction (CELP) is used for LPC and uses an LPC
coefficient and an excitation signal with respect to an input
signal. When the input signal is coded, the LPC coefficient
may be quantized. However, when the LPC coefficient is
quantized as is, a resulting dynamic range is narrow and
identification of stability is difficult.

When all LPC coefficients are quantized on the same
importance in order to select a codebook index to reconstruct
an input signal in a decoding process, quality of a finally
synthesized input signal may deteriorate. Since all LPC coef-
ficients have different weightings, the finally synthesized
input signal is improved in quality when an important LPC
coefficient has fewer errors. However, when a difference in
weighting is not considered and the same weighting is applied
in quantization, quality of the input signal deteriorates.

Thus, there is a demand for a method of efficiently quan-
tizing an LPC coefficient and improving quality of a synthe-
sized signal when the input signal is reconstructed by a decod-
ing apparatus.

SUMMARY

The foregoing and/or other aspects are achieved by provid-
ing an apparatus determining a weighting function including
a coefficient conversion unit to convert a linear prediction
coding (LPC) coefficient of an input signal into one of a line
spectral frequency (LSF) coefficient and an immitance spec-
tral frequency (ISF) coefficient, a weighting function deter-
mination unit to determine a weighting function associated
with a importance of the LPC coefficient where the weighting
function is determined using one of the converted ISF coef-
ficient and the converted LSF coefficient, and a quantization
unit to quantize one of the converted ISF coefficient and the
converted LSF coefficient using the determined weighting
function, and to convert one of the quantized ISF coefficient
and the quantized LSF coefficient into a quantized LPC coet-
ficient.

The weighting function determination unit may determine,
using a spectral magnitude of the input signal, a weighting
function of each magnitude associated with a spectral enve-
lope of the input signal.

The weighting function determination unit may determine
the weighting function of each frequency using one of fre-
quency information about the ISF coefficient and frequency
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2

information about the LSF coefficient, and combine the
weighting function of each frequency with the weighting
function of each magnitude.

The foregoing and/or other aspects are achieved by provid-
ing a method of determining a weighting function including
converting, by at least one processor, a linear prediction cod-
ing (LPC) coefficient of an input signal into one of a line
spectral frequency (LSF) coefficient and an immitance spec-
tral frequency (ISF) coefficient, determining, by the at least
one processor, a weighting function associated with an impor-
tance of the LPC coefficient using one of the converted ISF
coefficient and the converted LSF coefficient, quantizing, by
the at least one processor, using the determined weighting
function one of the converted ISF coefficient and the con-
verted LSF coefficient, and converting, by the at least one
processor, into a quantized LPC coefficient one of the quan-
tized ISF coefficient and the quantized LSF coefficient.

The determining of the weighting function may determine
using a spectral magnitude of the input signal a weighting
function of each magnitude associated with a spectral enve-
lope of the input signal.

The determining of the weighting function may determine
the weighting function of each frequency using frequency
information about one of the ISF coefficient and frequency
information about the LSF coefficient and combine the
weighting function of each frequency with the weighting
function of each magnitude.

The foregoing and/or other aspects are achieved by provid-
ing an apparatus and a method of determining a weighting
function that converts and quantizes an LPC into one of an
ISF coefficient and an LSF coefficient to improve quantiza-
tion efficiency of the LPC coefficient.

The foregoing and/or other aspects are achieved by provid-
ing an apparatus and a method of determining a weighting
function that determines a weighting function associated with
an importance of an LPC coefficient to improve quality of a
synthesized signal according to the importance of the LPC
coefficient.

The foregoing and/or other aspects are achieved by provid-
ing an apparatus and a method of determining a weighting
function that combines a weighting function of each magni-
tude and a weighting function of each frequency, the weight-
ing function of each magnitude illustrating that one of an ISF
and LSF actually influences a spectral envelope of an input
signal and the weighting function of each frequency based on
perceptual characteristics and a formant distribution in a fre-
quency domain, to improve quantization efficiency of an LPC
coefficient and to accurately calculate an importance of the
LPC coefficient.

The foregoing and/or other aspects are achieved by provid-
ing a method including converting, by at least one processor,
a linear prediction coding (LPC) coefficient of speech into
one of a line spectral frequency coefficient (LSF) and an
immitance spectral frequency coefficient (ISF), determining
a weighted importance of the LPC coefficient by selecting
and quantizing one of the LSF and ISF coefficients, where the
weighted importance is based upon a frequency band of the
speech, an encoding mode of the speech and spectrum analy-
sis of the speech and converting the quantized selection into a
quantized LPC coefficient.

According to another aspect of one or more embodiments,
there is provided at least one non-transitory computer read-
able medium including computer readable instructions that
control at least one processor to implement methods of one or
more embodiments.
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Additional aspects of embodiments will be set forth in part
in the description which follows and, in part, will be apparent
from the description, or may be learned by practice of the
disclosure.

BRIEF DESCRIPTION OF THE DRAWINGS

These and/or other aspects will become apparent and more
readily appreciated from the following description of
embodiments, taken in conjunction with the accompanying
drawings of which:

FIG. 1 illustrates an overall configuration of an audio sig-
nal coding apparatus according to example embodiments;

FIG. 2 illustrates a configuration of a linear prediction
coding (LPC) coefficient quantization unit according to
example embodiments;

FIGS. 3A and 3B illustrate a process of quantizing an LPC
coefficient according to example embodiments;

FIG. 4 illustrates a process of determining a weighting
function according to example embodiments;

FIG. 5 illustrates a flowchart of a process of determining a
weighting function using a coding mode and information
about a bandwidth of an input signal according to example
embodiments;

FIG. 6 illustrates a graph of an immitance spectral fre-
quency (ISF) converted from an L.PC coefficient according to
example embodiments; and

FIG. 7 illustrates a graph of a weighting function according
to a coding mode according to example embodiments.

DETAILED DESCRIPTION

Reference will now be made in detail to embodiments,
examples of which are illustrated in the accompanying draw-
ings, wherein like reference numerals refer to like elements
throughout. Embodiments are described below to explain the
present disclosure by referring to the figures.

FIG. 1 illustrates an overall configuration of an audio sig-
nal coding apparatus according to example embodiments.

Referring to FIG. 1, the audio signal coding apparatus 100
may include a pre-processing unit 101, a spectrum analysis
unit 102, a linear prediction coding (LLPC) coefficient extrac-
tion unit 103, a coding mode selection unit 104, an LPC
coefficient quantization unit 105, a coding unit 106, an error
reconstruction unit 107, and a bit stream generation unit 108.
The audio signal coding apparatus 100 may be applied to a
speech signal.

The pre-processing unit 101 may pre-process an input sig-
nal to prepare the input signal for coding. The pre-processing
unit 101 may pre-process the input signal through high pass
filtering, pre-emphasis, and sampling conversion processes.

The spectrum analysis unit 102 may analyze characteris-
tics of a frequency domain with respect to the input signal
through a time-to-frequency process. The spectrum analysis
unit 102 may determine whether the input signal is an active
signal or a silence signal through a voice activity detection.
Further, the spectrum analysis unit 102 may eliminate back-
ground noise from the input signal.

The LPC coefficient extraction unit 103 may extract an
LPC coefficient through linear prediction analysis of the input
signal. The LPC coefficient extraction unit 103 may analyze
a pitch of the input signal through an open loop. Information
about the analyzed pitch may be used to search for an adaptive
codebook.

The coding mode selection unit 104 may select a coding
mode of the input signal using the information about the pitch
and information about the analysis of the frequency domain.
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4

For example, the input signal may be coded based on a coding
mode which is one of a generic mode, a voiced mode, an
unvoiced mode, and a transition mode.

The LPC coefficient quantization unit 105 may quantize
the LPC coefficient extracted by the LPC coefficient extrac-
tion unit 103. The LPC coefficient quantization unit 105 will
be further described with reference to FIGS. 2 to 5.

The coding unit 106 codes an excitation signal of the LPC
coefficient based on a selected coding mode. Representative
parameters to code the excitation signal of the LPC coeffi-
cient may be an adaptive codebook index, an adaptive code-
book gain, a fixed codebook index, a fixed codebook gain, and
the like. The coding unit 106 may code the excitation signal of
the LPC coefficient in a sub-frame unit.

The error reconstruction unit 107 may reconstruct or con-
ceal a frame to extract side information to improve overall
sound quality when an error occurs in the frame of the input
signal.

The bit stream generation unit 108 may generate the coded
signal into a bit stream. The bit stream may be used for storage
or transmission.

FIG. 2 illustrates a configuration of the LPC coefficient
quantization unit according to example embodiments.

Referring to FIG. 2, the LPC coefficient quantization unit
105 may include a coefficient conversion unit 201, a weight-
ing function determination unit 202, and a quantization unit
203.

The coefficient conversion unit 201 may convert an LPC
coefficient extracted through linear prediction analysis of an
input signal. For example, the coefficient conversion unit 201
may convert the LPC coefficient into one format of a line
spectral frequency (LSF) coefficient and an immitance spec-
tral frequency (ISF) coefficient. The ISF coefficient and the
LSF coefficient are formats to facilitate quantization of the
LPC coefficient.

The weighting function determination unit 202 may deter-
mine a weighting function associated with an importance of
the LPC coefficient using one of the converted ISF coefficient
and the converted LSF coefficient. For example, the weight-
ing function determination unit 202 may determine a weight-
ing function of each magnitude and a weighting function of
each frequency. Further, the weighting function determina-
tion unit 202 may determine a weighting function based on a
frequency band, a coding mode, and spectrum analysis infor-
mation.

For example, the weighting function determination unit
202 may extract an optimal weighting function in each coding
mode. The weighting function determination unit 202 may
extract an optimal weighting function based on a frequency
band of the input signal. In addition, the weighting function
determination unit 202 may extract an optimal weighting
function based on information about frequency analysis of
the input signal. The information about the frequency analy-
sis may include spectrum tilt information.

The weighting function determination unit 202 will be
further described in operation with reference to FIGS. 4 and 5.

The quantization unit 203 may quantize one of the con-
verted ISF coefficient and the converted LSF coefficient using
the determined weighting function. The quantization unit 203
may convert one of the quantized ISF (QISF) coefficient and
the quantized LSF (QLSF) coefficient into a quantized LPC
(QLPC) coefficient. The QLPC coefficient extracted by the
quantization unit 203 may represent spectral information and
represent a reflection coefficient, and a fixed weighting value
may be used.

Hereinafter, relation between an LPC coefficient and a
weighting function is further described.
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LPC may be an available scheme to code a speech signal
and an audio signal in a time domain. Linear prediction is
short-term prediction. Linear prediction results represent a
correlation between adjacent samples in a time domain and
represent a spectral envelope in a frequency domain.

An applied coding scheme of linear prediction may include
code excited linear prediction (CELP). Speech coding
schemes using CELP may include G.729, AMR, AMR-WB,
EVRC, and the like. In order to code a speech signal and an
audio signal using CELP, an LPC coefficient and an excitation
signal may be used.

AnLPC coefficient may denote a correlation between adja-
cent samples and may be expressed by a spectral peak. When
an LPC coefficient is a 167 order, correlations between a
maximum of sixteen samples may be extracted. An order of
an LPC coefficient may be determined based on a bandwidth
of'an input signal and is generally determined based on char-
acteristics of a speech signal. A main vocalization of the
speech signal may be determined based on a magnitude and a
position of a formant. In order to express a formant of the
input signal, an LPC coefficient having a tenth order may be
used for an input signal in a narrow band (NB) of 300 to 3400
Hz. An LPC coefficient having a 16” to 20” order may be
used for an input signal in a wide band (WB) of 50 to 7000 Hz.

FIG. 6 illustrates a graph of a result of a spectrum when an
input signal is converted into a frequency domain through a
Fast Fourier Transform (FFT), an LPC coefficient extracted
from the spectrum, and an ISF converted from the LPC coet-
ficient. When the FFT is applied to the input signal in 256
samples, 16”-order linear prediction may be performed to
generate 16 LPC coefficients, and the 16 LPC coefficients
may be converted into 16 ISF coefficients.

The following Equation 1 represents a synthesis filter
(H(z)), wherein a; denotes an LPC coeflicient, and p denotes
an order of the LPC coefficient.

1 Equation 1
H= —— = [Eq ]

,p=100r 16 ~20
Alz)

P .
1= a7/
=1

The following Equation 2 represents a synthesized signal
by a decoder.

. 4 [Equation 2]
) =i¢(n)—221;§(n—i),n=0, e WN=1
i=1

i

é(n) denotes a synthesized signal, and 0(n) denotes an
excitation signal. N denotes a magnitude of a coded frame
using the same coefficient. The excitation signal may be
determined by a sum of an adaptive codebook and a fixed
codebook. A decoding apparatus may produce a synthesized
signal using a decoded excitation signal and a quantized LPC
coefficient.

An LPC coefficient may represent information about a
formant of a spectrum represented by a spectral peak and be
used to code an overall spectral envelope. The coding appa-
ratus may convert the LPC coefficient into one of an ISF and
LSF in order to enhance quantizing efficiency of the LPC
coefficient.

The ISF may be prevented from diverging by quantization
through simple stability identification. When there is a prob-
lem in stability, an interval of a quantized ISF may be adjusted
to solve the problem in stability. The LSF may have the same

20

35

40

45

50

6

characteristics as the ISF except that a final coefficient is a
reflection coefficient. Since the ISF or LSF is converted from
the LPC coefficient, the ISF or LSF may maintain the same
information about the formant of the spectrum.

In detail, the LPC coefficient may be quantized after the
LPC coefficient is converted into an immitance spectral pair
(ISP), or into a line spectral pair (LSP) which has a narrow
dynamic range, easily identified in stability, and favorable for
interpolation. The ISP or LSP may be expressed by one of an
ISF and LSF. The following Equation 3 represents a relation
between an ISF and an ISP or a relation between an LSF and
an LSP.

g~cos(w;) n=0, ... ,N-1

q; denotes an LSP or ISP, and w; denotes an LSF or ISF.
Vector quantization may be performed on an LSF to improve
quantization efficiency. Prediction vector quantization may
be performed on an LSF to improve efficiency. In vector
quantization, when a dimension is high, bit efficiency may be
improved, however, a codebook may increase in magnitude
and processing speed may decrease. Thus, multi-stage vector
quantization or split vector quantization may be performed to
decrease a magnitude of a codebook.

Vector quantization may refer to a process of selecting a
codebook index having the fewest errors using a squared error
distance measure based on all entries in a vector having the
same weighting. However, in an LPC coefficient, all coeffi-
cients have different weightings, and thus an error may be
reduced in an important coefficient to improve perceptual
quality of a finally synthesized signal. Thus, when an LSF
coefficient is quantized, the decoding apparatus may apply a
weighting function representing an importance of each LPC
coefficient to a squared error distance measure to select an
optimal codebook index, and the synthesized signal may be
improved in performance.

According to example embodiments, a weighting function
of each magnitude regarding actual influence of each ISF or
LSF actually on a spectral envelope may be determined using
frequency information about ISF or frequency information
about L.SF and an actual spectral magnitude of ISF or LSF.
Further, according to example embodiments, the weighting
function of each magnitude may be combined with a weight-
ing function of each frequency based on perceptual charac-
teristics and a formant distribution of a frequency domain to
obtain additional quantization efficiency. In addition, accord-
ing to example embodiments, because a magnitude of an
actual frequency domain is used, information about an enve-
lope of an overall frequency is reflected sufficiently, and an
importance of one of each ISF and each LSF may be calcu-
lated accurately.

In short, according to example embodiments, when vector
quantization is performed on one of ISF and L.SF converted
from each LPC coefficient having a different importance, a
weighting function representing which entry is relatively
more important in a vector may be determined. A spectrum of
a frame to be coded is analyzed to determine a weighting
function to give a greater weighting to a high energy portion,
and coding accuracy may be improved. High energy of a
spectrum results in a high correlation in a time domain.

FIGS. 3A and 3B illustrate a process of quantizing an LPC
coefficient according to example embodiments.

Referring to FIGS. 3A and 3B, two types of processes of
quantizing an LPC coefficient are illustrated. FIG. 3A shows
whatis applied when input signal variability is substantial and
FIG. 3B shows what is applied when input signal variability is
small. FIGS. 3A and 3B may be applied differently depending
on characteristics of an input signal.

[Equation 3]
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An LPC coefficient quantization unit 301 may quantize an
ISF through scalar quantization (SQ), vector quantization
(VQ), split-vector quantization (SVQ), and multi-stage vec-
tor quantization (MSVQ). An LSF may be quantized in the
same manner.

A prediction unit 302 may perform auto regressive (AR)
prediction or moving average (MV) prediction. A prediction
order may denote an integer number of 1 or more.

The following Equation 4 may represent an error function
to search for a codebook index through the quantized ISF
through the process illustrated in FIG. 3A. The following
Equation 5 represents an error function to search for a code-
book index through the quantized ISF through the process
illustrated in FIG. 3B. A codebook index is a value to mini-
mize the error functions.

[Equation 4]
wm)[z() - ¢k ()]

Mﬁ

Epornlh) =

I
=3

n

[Equation 5]

Everd(p) = ) wDIr() — P ()]

»
i=0

w(n) denotes a weighting function, and z(n) is a vector
obtained by eliminating a mean value from ISF(n) in FIGS.
3A and 3B. c(n) represents a codebook. p denotes an order of
an ISF coefficient, and is generally 10 in the NB and is
generally 16 to 20 in the WB.

According to example embodiments, the coding apparatus
may determine an optimal weighting function by combining
a weighting function of each magnitude and a weighting
function of each frequency, the weighting function of each
magnitude using a spectral magnitude corresponding to a
frequency of one of an ISF coefficient and a frequency of an
LSF coefficient converted from an LPC coefficient and the
weighting function of each frequency based on perceptual
characteristics and a formant distribution of an input signal.

FIG. 4 illustrates a process of determining a weighting
function according to example embodiments.

FIG. 4 shows a detailed configuration of the spectrum
analysis unit 102. The spectrum analysis unit 102 may
include a window processing unit 401, a frequency mapping
unit 402, and a magnitude calculation unit 403.

The window processing unit 401 may apply a window to an
input signal. The window may use a rectangular window, a
Hamming window, a sine window, and the like.

The frequency mapping unit 402 may map an input signal
in a time domain to an input signal in a frequency domain. For
example, the frequency mapping unit 402 may convert a
frequency of the input signal through a FFT and a modified
discrete cosine transform (MDCT).

The magnitude calculation unit 403 may calculate a mag-
nitude of a frequency spectral bin with respect to the fre-
quency converted input signal. A number of frequency spec-
tral bins may be the same as a number of ISFs or LSFs to be
normalized by the weighting function determination unit 202.

As a result of performance of the spectrum analysis unit
102, spectrum analysis information may be input to the
weighting function determination unit 202. Here, the spec-
trum analysis information may include a spectrum tilt.

The weighting function determination unit 202 may nor-
malize one of an ISF and LSF converted from an LPC coef-
ficient. In the normalization, a final ISF coefficient is a reflec-
tion coefficient, and the same importance may be applied
thereto. The above may not be applied to an LSF. The process
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is actually applied to a range of 0 to p—2 among p” order ISFs.
0to (p-2)” order ISFs generally exist in 0 to 7. The weighting
function determination unit 202 may perform normalization
of the same number K of ISFs or LSFs as the number of the
frequency spectrum bins extracted by the frequency mapping
unit 402 in order to use the spectrum analysis information.

The weighting function determination unit 202 may deter-
mine a weighting function of each magnitude W, (n) using the
spectrum analysis information having one of an ISF coeffi-
cient and LSF coefficient which influences a spectral enve-
lope. For example, the weighting function determination unit
202 may determine the weighting function of each magnitude
using frequency information about one of the ISF coefficient
and frequency information about the LSF coefficient and an
actual spectral magnitude of an input signal. The weighting
function of each magnitude may be determined for one of the
ISF coefficient and the LSF coefficient converted from an
LPC coefficient.

The weighting function determination unit 202 may deter-
mine the weighting function of each magnitude using a mag-
nitude of a spectral bin corresponding to one of a frequency of
the ISF coefficient and a frequency of the LSF coefficient.

Alternatively, the weighting function determination unit
202 may determine the weighting function of each magnitude
using a magnitude of a spectral bin corresponding to one of a
frequency of the ISF coefficient and a frequency of the LSF
coefficient and a magnitude of at least one neighboring spec-
tral bin disposed around the spectral bin. The weighting func-
tion determination unit 202 may determine the weighting
function of each magnitude associated with a spectral enve-
lope by extracting a representative value of the spectral bin
and a representative value of the at least one neighboring
spectral bin. Examples of the representative values may be a
maximum value, an average value, or an intermediate value of
the spectral bin corresponding to the frequency of the ISF
coefficient or the frequency of the LSF coefficient and the at
least one neighboring spectral bin around the spectral bin.

For example, the weighting function determination unit
202 may determine a weighting function of each frequency
W,(n) using one of frequency information about the ISF
coefficient and frequency information about the LSF coeffi-
cient. In detail, the weighting function determination unit 202
may determine the weighting function of each frequency
using perceptual characteristics and a formant distribution of
the input signal. The weighting function determination unit
202 may extract the perceptual characteristics of the input
signal based on a bark scale. The weighting function deter-
mination unit 202 may determine the weighting function of
each frequency based on a first formant of the formant distri-
bution.

For example, in the weighting function of each frequency,
arelatively low weighting may be represented in an extremely
low frequency or a high frequency, and a weighting having the
same magnitude may be represented within a predetermined
range of a low frequency corresponding to a first formant.

The weighting function determination unit 202 may deter-
mine a final weighting function by combining the weighting
function of each magnitude and the weighting function of
each frequency. The weighting function determination unit
202 may determine the final weighting function by multiply-
ing or adding the weighting function of each magnitude and
the weighting function of each frequency.

Alternatively, the weighting function determination unit
202 may determine the weighting function of each magnitude
and the weighting function of each frequency based on a
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coding mode and frequency band information of the input
signal, which will be further described with reference to FIG.
5.

FIG. 5 illustrates a flowchart of a process of determining a
weighting function using an encoding mode and information
about bandwidth of an input signal according to example
embodiments.

The weighting function determination unit 202 may iden-
tify bandwidth of an input signal in operation 501. The
weighting function determination unit 202 may determine
whether the bandwidth of the input signal is WB in operation
502. When the bandwidth of the input signal is not WB, the
process of determining a weighting function is not performed.

When the bandwidth of the input signal is WB, the weight-
ing function determination unit 202 may identify an encoding
mode of the input signal in operation 503. The weighting
function determination unit 202 may determine whether the
encoding mode of the input signal is an unvoiced mode in
operation 504. When the encoding mode of the input signal is
the unvoiced mode, the weighting function determination
unit 202 may determine a weighting function of each magni-
tude in the unvoiced mode in operation 505, determine a
weighting function of each frequency in the unvoiced mode in
operation 506, and combine the weighting function of each
magnitude and the weighting function of each frequency in
operation 507.

However, when the encoding mode of the input signal is
different from the unvoiced mode in operation 504, the
weighting function determination unit 202 may determine a
weighting function of each magnitude in a voiced mode in
operation 508, determine a weighting function of each fre-
quency in the voiced mode in operation 509, and combine the
weighting function of each magnitude and the weighting
function of each frequency in operation 510. When the encod-
ing mode of the input signal is one of a generic mode and a
transition mode, the weighting function determination unit
202 may determine a weighting function according to the
voiced mode.

For example, when a frequency of the input signal is con-
verted by FFT, a weighting function of each magnitude using
aspectral magnitude of an FFT coefficient may be determined
by Equation 6.

W, (n)=(3V wg)=Min)+2, Min=Minimum value of
w/n) [Equation 6]

Where,
w{n)=10 log(max(E,,, (norm_isf(n)), E,, (norm_isf(n)+1),
By, (norm_isf(n)-1))),

for, n=0, ..., M-2, l=norm_isf(n)=<126
w(n)=10 log(B,,,(norm_isf(n))),

for, norm_isf(n)=0 or 127
norm_ist{n)=isf(n)/50, then, O=isf(n)<6350, and O=norm_isf
(n)=127

Epnb)=X2 ()+XA2 (), k=0, ..., 127

The weighting function of each frequency determined
based on the encoding mode is shown in FIG. 7. FIG. 7
illustrates a graph of a weighting function according to an
encoding mode according to example embodiments. A graph
701 illustrates the weighting function of each frequency in the
voiced mode. A graph 702 illustrates the weighting function
of each frequency in the unvoiced mode.

For example, the graph 701 may be determined by Equa-
tion 7, and the graph 702 may be determined by Equation 8.
Constants in Equations 7 and 8 may be changed depending on
characteristics of the input signal.
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. n(n -norm_isf{7) ) [Equation 7]
sin| ———
Wy =05+ — 12 )
2
For, norm_isf(n) = [0, 5]
Wa(n) = 1.0
For, norm_isf(n) = [6, 20]
W) = 1
2 = 4 % (norm_isf(r) — 20) | ?
( 107 * ]
For, norm_isf(n) = [21, 127]
[Equation 8]

. (7-norm_isf(n)
sm(il > ]
s E—

For, norm_isf(r) = [0, 5]
1
m’
121

For, norm_isf(n) = [6, 127]

Wa(n) = 0.5+

Wan) =

A final weighting function may be determined by Equation
9.

W(n)y=W () Ws(n), forn=0,...,M=-2

W(M-1)=1.0 [Equation 9]

The method of determining the weighting function accord-
ing to the above-described embodiments may be recorded in
non-transitory computer-readable media including program
instructions to implement various operations embodied by a
computer. The media may also include, alone or in combina-
tion with the program instructions, data files, data structures,
and the like. Examples of non-transitory computer-readable
media include magnetic media such as hard disks, floppy
disks, and magnetic tape; optical media such as CD ROM
disks and DVDs; magneto-optical media such as optical
disks; and hardware devices that are specially configured to
store and perform program instructions, such as read-only
memory (ROM), random access memory (RAM), flash
memory, and the like. The computer-readable media may be
a plurality of computer-readable storage devices in a distrib-
uted network, so that the program instructions are stored in
the plurality of computer-readable storage devices and
executed in a distributed fashion. The program instructions
may be executed by one or more processors or processing
devices. The computer-readable media may also be embodied
in at least one application specific integrated circuit (ASIC) or
Field Programmable Gate Array (FPGA). Examples of pro-
gram instructions include both machine code, such as pro-
duced by a compiler, and files containing higher level code
that may be executed by the computer using an interpreter.
The described hardware devices may be configured to act as
one or more software modules in order to perform the opera-
tions of the above-described embodiments, or vice versa.

Although embodiments have been shown and described, it
should be appreciated by those skilled in the art that changes
may be made in these embodiments without departing from
the principles and spirit of the disclosure, the scope of which
is defined by the claims and their equivalents.

What is claimed is:

1. A quantizing apparatus comprising:

a coefficient conversion unit configured to obtain a line
spectral frequency (LSF) coefficient or an immitance
spectral frequency (ISF) coefficient from a linear pre-
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diction coding (LPC) coefficient of an input signal
including at least one of a speech signal and an audio
signal;

a weighting function determination unit configured to
determine a magnitude weighting function, based on a
magnitude of a spectral bin corresponding to a fre-
quency of the ISF coefficient or the LSF coefficient, to
determine a frequency weighing function based on fre-
quency information from the ISF coefficient or the LSF
coefficient, and to determine a weighting function by
combining the magnitude weighting function and the
frequency weighting function; and

a quantization unit configured to quantize the ISF coeffi-
cient or the LSF coefficient using the determined
weighting function,

wherein the magnitude of the spectral bin is obtained by
performing transformation on the input signal.

2. The apparatus of claim 1, wherein the frequency infor-

mation is based on a perceptual model of the input signal.

3. The apparatus of claim 2, wherein the perceptual model
is based on a bark scale.

4. The apparatus of claim 1, wherein the frequency infor-
mation is based on an encoding mode of the input signal.

5. The apparatus of claim 1, wherein the frequency infor-
mation is based on a formant distribution corresponding to an
encoding mode of the input signal, the encoding mode being
determined on a basis of signal characteristics.

6. The apparatus of claim 1, wherein the frequency infor-
mation is based on a bandwidth of the input signal.

7. The apparatus of claim 1, wherein the weighting func-
tion is based on the spectral magnitude corresponding to the
ISF coefficient or the LSF coefficient and at least one neigh-
boring spectral magnitude.
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8. A quantizing method comprising:
obtaining a line spectral frequency (L.SF) coefficient or an
immittance spectral frequency (ISF) coefficient from a
linear prediction coding (LPC) coefficient of an input
signal including at least one of a speech signal and an
audio signal;
determining a magnitude weighting function, based on a
magnitude of a spectral bin corresponding to a fre-
quency of the ISF coefficient or the LSF coefficient;

determining a frequency weighting function based on fre-
quency information from the ISF coefficient or the LSF
coefficient;

determining a weighting function by combining the mag-

nitude weighting function and the frequency weighting
function; and

quantizing the ISF coefficient or the LSF coefficient using

the determined weighting function,

wherein the magnitude of the spectral bin is obtained by

performing transformation on the input signal.

9. The method of claim 8, wherein the frequency informa-
tion is based on a perceptual model of the input signal.

10. The method of claim 9, wherein the perceptual model is
based on a bark scale.

11. The method of claim 8, wherein the frequency infor-
mation is based on an encoding mode of the input signal.

12. The method of claim 8, wherein the frequency infor-
mation is based on a formant distribution corresponding to an
encoding mode of the input signal, the encoding mode being
determined on a basis of signal characteristics.

13. The method of claim 8, wherein the frequency infor-
mation is based on a bandwidth of the input signal.

14. The method of claim 8, wherein the weighting function
is based on the spectral magnitude corresponding to the ISF
coefficient or the LSF coefficient and at least one neighboring
spectral magnitude.



